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Abstract

Method for Correcting Signal by Multi Input System in order

to Reproducing Sound Field

Yuka AKIYAMA

We require the sound reproduction in virtual reality space. But the sound don’t
transmit without transforming in the air. Becouse the sound is transformed into different
sound which is influenced by the indoor transfer characteristic.

The purpose of this research reproduce the original sound field in reproduction
space. Therefore the transformed sound must be corrected. Here, assuming that signal
transfer route in space is linear model, I consider how to correct signal with adaptive
filter which consisted of FIR digital filter.

In this paper, I make a study of method for correcting signal by renewing parameters
of adaptive filter with NLMS algorithm. Then, I show the validity by performing a

simulation.
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