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Abstract

A study of performance evaluation for mounting the free dial

service in IP telephone

Yuta KINOSHITA

In recent years, IP telephone which offers voice telephone conversation using IP
network technology attracts attention widely for the private and the business use. TP
telephone would be served by the charges more inexpensive than the conventional ex-
isting fixed-line telephone service. However, the existing IP telephone can not afford
some part of service currently offered by the existing fixed-line telephone.

In this research, it took notice of not only a general user but the free dial service
which is helpful for a company.The proposal system was compared with existing Free
dial service. I proposed the system that the user use easily.

The evaluation measured connected delay time of the proposal system. As a result,
connected quality can be secured in the number of simultaneous processings of 17 or
less. In the method to specify the caller region, the proposal method was compared with
an existing method. If the number of processing forwarded at the same time is 17, the
time of 35.1 % has been shortened. In the method forwarded substitution ahead, the
proposed method was compared with an existing method. If the number of processing
forwarded at the same time is 17, the time of 40.9 % has been shortened.Whether the

proposal system was able to be applied to VoIP was verified.
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